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Abstract—The Zak-OTFS input/output (I/O) relation is pre-
dictable and non-fading when the delay and Doppler periods are
greater than the effective channel delay and Doppler spreads,
a condition which we refer to as the crystallization condition.
When the crystallization condition is satisfied, we describe how
to integrate sensing and communication within a single Zak-
OTFS subframe by transmitting a pilot in the center of the
subframe and surrounding the pilot with a pilot region and
guard band to mitigate interference between data symbols and
pilot. At the receiver we first read off the effective channel
taps within the pilot region, and then use the estimated channel
taps to recover the data from the symbols received outside the
pilot region. We introduce a framework for filter design in
the delay-Doppler (DD) domain where the symplectic Fourier
transform connects aliasing in the DD domain (predictability
of the I/O relation) with time/bandwidth expansion. The choice
of pulse shaping filter determines the fraction of pilot energy
that lies outside the pilot region and the degradation in BER
performance that results from the interference to data symbols.
We demonstrate that Gaussian filters in the DD domain provide
significant improvements in BER performance over the sinc and
root raised cosine filters considered in previous work. We also
demonstrate that, by limiting DD domain aliasing, Gaussian
filters extend the region where the crystallization condition is
satisfied. The Gaussian filters considered in this paper are a
particular case of factorizable pulse shaping filters in the DD
domain, and this family of filters may be of independent interest.

Index Terms—Zak-OTFS, Integrated Sensing and Communi-
cation, delay-Doppler processing, filter design, Gaussian pulse.

I. INTRODUCTION

6G propagation environments are expected to be challenging
in terms of extreme Dopplers (few KHz to tens of KHz) for
which communication waveforms that are robust in extreme
time selective channels are crucial [1], [2]. A time-domain
(TD) pulse is an ideal waveform for pure delay channels as
it is possible to separate reflections according to their range.
Similarly, a frequency domain (FD) pulse is an ideal waveform
for pure Doppler channels since it is possible to separate
reflections according to their velocity. The Zak-OTFS carrier is
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a pulse in the delay-Doppler (DD) domain, and it is designed
to separate reflections in both range and velocity, making it a
natural fit to doubly spread channels [3]- [5]. A pulse in the
DD domain is a quasi-periodic localized function, defined by
a delay period τp and a Doppler period νp, where τp νp = 1.
When viewed in the time domain, it is realized as a pulse
train modulated by a tone (hence the name pulsone). Section
II describes the Zak-OTFS system model.

We have shown in [4], [5] that the Zak-OTFS input/output
(I/O) relation is predictable and non-fading when the delay
period τp is greater than the effective channel delay spread,
and the Doppler period νp is greater than the effective channel
Doppler spread. We refer to this condition as the crystallization
condition with respect to the period lattice Λp comprising inte-
ger linear combinations of (τp, 0) and (0, νp). Fig. 1 illustrates
how non-predictability and fading result from aliasing in the
DD domain, and why the crystallization condition prevents
aliasing (see Section II in [5]).

As the Doppler period shrinks, aliasing in Doppler results
in time selectivity. As the delay period shrinks, aliasing in
delay results in frequency selectivity. When the crystallization
condition is satisfied there is no aliasing, the received power
profile in the DD domain is flat (there is no fading), and the
I/O relation is predictable.

Why Zak-OTFS rather than OFDM? Perhaps the most
important reason is that 6G propagation environments are
changing the balance between time-frequency methods fo-
cused on OFDM signal processing and delay-Doppler methods
focused on Zak-OTFS signal processing. OFDM signals live
on a coarse grid, and cyclic prefix/carrier spacing are designed
to prevent inter carrier interference (ICI). When there is no ICI,
equalization in OFDM is relatively simple once the I/O relation
is acquired. However, acquisition of the I/O relation in OFDM
is non-trivial and model-dependent [6]. By contrast, Zak-OTFS
signals live on a fine grid and Zak-OTFS signal processing
embraces inter-carrier interference, hence equalization is more
involved. However, when the crystallization condition holds,
the I/O relation is predictable, in that the effective channel taps
can be read off from the response to a single pilot signal (see
[4], [5]). The prediction accuracy of the I/O relation is deter-
mined by how slow/fast the DD domain transmit/receive pulse
shaping filter response decays [5]. A slower decay implies a
larger aliasing residue, resulting in a larger prediction error.
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Fig. 1: Non-predictability results from aliasing in the DD domain illustrated as overlap between the quasi-periodic aliases of
the received pulse (whose support are depicted as ellipses). Aliasing occurs when the effective channel spreads are larger than
the delay-Doppler periods.

TABLE I: Power-delay profile of Veh-A channel model

Path number (i) 1 2 3 4 5 6
τi (µs) 0 0.31 0.71 1.09 1.73 2.51

Relative power (pi) dB 0 -1 -9 -10 -15 -20

By focusing not on acquiring the channel, but on acquiring the
interaction of channel and modulation, Zak-OTFS circumvents
the standard channel-model-dependent approach to wireless
communication and operates model-free.

Acquiring the I/O relation becomes more critical in 6G
propagation environments as Doppler spreads measured in
KHz make it more and more difficult to prevent ICI and to
estimate channels. Most challenging is the combination of
unresolvable paths and high channel spreads. In this paper,
we focus on the Veh-A channel [7] specified in Table-I, first
because it is representative of real propagation environment,
and second because it is very difficult to make the model-
dependent mode of operation work. For example, given a
channel bandwidth B = 0.96 MHz, the delay shifts introduced
by the first three paths (0, 0.31 and 0.71 µs) are less than
the delay domain resolution 1/B = 1.04µs and are not
resolvable. In these environments, Zak-OTFS enables a model-
free approach with superior performance (see [5] for details).
We now highlight our main contributions.

Integrated sensing and communication: Prior work [5]
dedicates separate Zak-OTFS subframes to sensing and data
communication. We integrate sensing and communication by
introducing an embedded pilot frame1, where we transmit a

1Point pilot and embedded pilot schemes have been considered for DD
channel estimation in multicarrier OTFS (MC-OTFS) that performs time
domain to DD domain conversion (and vice versa) in two steps [8]- [12].
Zak-OTFS performs this conversion in one step using Zak transform. It has
been shown in [5] that Zak-OTFS performs better than MC-OTFS over a
larger range of Doppler spreads, which is attractive for 6G.

pilot in the center of the subframe and surround the pilot with
a pilot region for acquiring the taps of the effective channel
filter and a guard band to mitigate the interference between
the data symbols and pilot. Thus, we integrate sensing and
communication by dividing DD domain resources between the
two objectives, and the pilot region and guard band are an
overhead that reduce the effective throughput. At the receiver
we first read off the effective channel taps from the pilot
response received within the pilot region. We then use the
estimated channel taps to recover the data from the symbols
received outside the pilot region.

Framework for filter design: For LTI channels, the Fourier
transform connects localization of pulse shape in time with
bandwidth expansion. For LTV channels, we introduce a
framework for filter design where the symplectic Fourier
transform connects localization of pulse shape in the DD
domain with time/bandwidth expansion. Prior work on MC-
OTFS ( [13], [14], [15]) employs time-domain filters, whereas
we employ transmit/receive filters that are DD domain filters.
An advantage of our approach is that we are able to represent
the effective DD channel as a simple cascade of twisted
convolutions ( [4], [5]).

Fig. 2 illustrates how the choice of transmit/receive pulse
shaping filter determines the spread of the received pilot
response in the DD domain. The DD domain spread of the
received pilot response is equal to the spread of the effective
channel filter. A higher spread degrades BER performance
since, (i) it results in higher degree of aliasing between the
quasi-periodic aliases of the received pilot response (shown
as ellipses with the same color in Fig. 2), which degrades the
accuracy of the acquired taps of the effective channel filter and,
(ii) a higher spread also results in higher interference between
the data symbols and the pilot symbol. Since the effective
channel filter is the twisted convolution of the physical channel
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filter with the pulse shaping filters, its spread is simply the
sum of the spread of the physical channel filter and the spread
of the pulse shaping filters. The time and bandwidth of a
Zak-OTFS subframe are inversely related to the Doppler and
delay spread respectively of the transmit pulse shaping filter.
Therefore, time and bandwidth expansion reduces the Doppler
and delay spread respectively, which reduces the spread of
the effective channel filter. This in turn improves error rate
performance, but at the cost of lower throughput. Therefore,
“good” transmit pulse shaping filters are those which have
the smallest possible spread for a given time/bandwidth. Due
to the exponential roll-off of Gaussian pulses, Gaussian pulse
shaping filters achieve a good trade-off between DD domain
spreading and bandwidth expansion.

Section III introduces Gaussian filters in the DD domain2,
and in Section IV we demonstrate significant improvements in
BER performance over the sinc and root raised cosine (RRC)
filters in the embedded pilot framework.

The reason for the improvement is that outside the main
lobe, the magnitude of the Gaussian pulse is significantly
lower than the sinc and RRC pulses. In Section IV we show
that the choice of filter determines how BER performance
varies with the ratio of pilot power to data power (PDR).
For the sinc and RRC filters, the BER curve exhibits a “U”
shape. The pilot used for sensing interferes with Zak-OTFS
carriers used for data transmission. We observe a PDR
threshold below which accuracy of sensing dominates BER
performance, so that as PDR increases the BER performance
improves. Above this PDR threshold interference from the
pilot dominates BER performance, so that as PDR increases
the BER performance degrades. For Gaussian filters there
is very little leakage outside the main lobe, the interference
from the pilot is very small, and for PDRs of interest it
does not have a significant impact on BER performance. The
crystallization condition applies to the effective channel which
depends on the choice of filter. Zak-OTFS is a family of
modulations parameterized by the period curve τp νp = 1 and
we become subject to aliasing in the delay-Doppler domain
as we shrink the delay period τp or the Doppler period νp.
Gaussian filters limit aliasing in the delay-Doppler domain,
and this translates to increasing the length of the segment
of the period curve where the crystallization conditions are
satisfied. In Section IV we show that the increase in length
with respect to the sinc pulse is significant.

The design of factorizable pulse shaping filters in the delay-
Doppler domain may be of independent interest. First, the
time and bandwidth properties of the carrier waveforms follow
naturally from the Fourier properties of the factors. Second,
the use of a matched filter at the receiver makes it possible
to compute the effective discrete DD domain channel filter in
closed form.

2However, we note that P. M. Woodward, in his 1953 book [16], proposed a
radar waveform comprising a train of narrow TD Gaussian pulses modulated
by a broad Gaussian envelope. This structure appears in the TD when a
Gaussian pulse shaping filter is applied to the DD domain pulse located at
the origin of the information grid.

Fig. 2: The impact of pulse shaping on the support of the
effective channel. When the effective channel spread exceeds
a DD domain period, aliasing leads to non-predictability. Here,
the effective channel spread for the sinc pulse is larger than
that for the Gaussian pulse (green vs. purple ellipses), resulting
in Doppler domain aliasing and therefore non-predictability
with the sinc pulse. There is no aliasing with the Gaussian
pulse, hence the channel interaction is predictable.

II. ZAK-OTFS SYSTEM MODEL

We consider a channel with P discrete paths, where the i-
th path has gain hi, delay shift τi, and Doppler shift νi. The
delay-Doppler spreading function hphy(τ, ν) is given by

hphy(τ, ν) =

P∑
i=1

hi δ(τ − τi) δ(ν − νi). (1)

The received TD signal is then given by

rtd(t) =

∫∫
hphy(τ, ν) std(t− τ) ej2πν(t−τ) dτ dν + n(t), (2)

where std(t) is the transmitted TD signal and n(t) is additive
white Gaussian noise (AWGN) with PSD N0 W/Hz (see [18]).

A. Zak-OTFS transceiver processing

In this Section we describe Zak-OTFS transceiver pro-
cessing as illustrated in Fig. 3 (see Section II of [5] for
more details). A pulse in the DD domain is a quasi-periodic
localized function defined by a delay period τp and a Doppler
period νp = 1/τp. The TD Zak-OTFS subframe is limited to
a time duration T = Nτp and a bandwidth B = Mνp. We
transmit MN symbols x[k, l] in each subframe, indexed by
k = 0, 1, · · · ,M − 1, l = 0, 1, · · · , N − 1. The symbol x[k, l]
is carried by the DD domain pulse xdd[k, l] given by

xdd[k, l] = ej2π
⌊ k

M ⌋l

N x[k modM , l modN ] (3)

for all k, l ∈ Z. The discrete DD domain pulse xdd[k, l] is a
quasi-periodic function with period M along the delay axis



4

Fig. 3: Zak-OTFS transceiver processing.

and period N along the Doppler axis. For any n,m ∈ Z we
have

xdd[k + nM, l +mN ] = ej2π
nl
N xdd[k, l]. (4)

We note that the discrete DD domain signals xdd[k, l] are sup-
ported on the information lattice Λdd = {

(
kτp
M ,

lνp

N

)
| k, l ∈

Z}.
Next we lift the discrete signal xdd[k, l] to the continuous

signal

xdd(τ, ν) =
∑
k,l∈Z

xdd[k, l] δ

(
τ − kτp

M

)
δ

(
ν − lνp

N

)
.(5)

Note that, for any n,m ∈ Z

xdd(τ + nτp, ν +mνp) = ej2πnντp xdd(τ, ν), (6)

so that xdd(τ, ν) is periodic with period νp along the Doppler
axis and quasi-periodic with period τp along the delay axis.

The DD domain transmit signal xwtx

dd (τ, ν) is given by
the twisted convolution of the transmit pulse shaping filter
wtx(τ, ν) with xdd(τ, ν).

xwtx

dd (τ, ν) = wtx(τ, ν) ∗σ xdd(τ, ν)

=

∫∫
wtx(τ

′, ν′)xdd(τ − τ ′, ν − ν′) ej2πν
′(τ−τ ′) dτ ′ dν′,(7)

where ∗σ denotes twisted convolution. The transmitted TD
signal std(t) is the TD realization of xwtx

dd (τ, ν) given by

std(t) = Z−1
t (xwtx

dd (τ, ν)) , (8)

where Z−1
t denotes the inverse Zak transform (see Eqn. (7) in

[4] for more details). Pulse shaping is required to limit the time
and bandwidth of std(t). In the absence of pulse shaping (i.e.,
wtx(τ, ν) = δ(τ, ν)) the transmit signal has infinite duration
and bandwidth.

At the receiver, we pass from the TD to the DD domain by
applying the Zak transform Zt to the received time domain
signal rtd(t), and we obtain

ydd(τ, ν) = Zt (rtd(t)) . (9)

Next we apply a matched filter wrx(τ, ν) which acts by twisted
convolution on ydd(τ, ν) to give

ywrx

dd (τ, ν) = wrx(τ, ν) ∗σ ydd(τ, ν). (10)

The filtered signal ywrx

dd (τ, ν) is then sampled on the infor-
mation lattice Λdd, resulting in the discrete quasi-periodic DD
domain received signal ydd[k, l] given by

ydd[k, l] = ywrx

dd

(
kτp
M

,
lνp
N

)
, (11)

for k, l ∈ Z. Equations (5) to (11) combine to give the I/O
relation [5]

ydd[k, l] = heff[k, l] ∗σ xdd[k, l] + ndd[k, l], (12)

where ∗σ becomes twisted convolution in the discrete DD
domain given by

heff[k, l] ∗σ xdd[k, l]

=
∑

k′,l′∈Z
heff[k

′, l′]xdd[k − k′, l − l′] ej2π
l′(k−k′)

MN . (13)

The effective channel filter heff[k, l] is given by

heff[k, l] = heff

(
τ =

kτp
M

,ν =
lνp
N

)
, (14)

where

heff (τ, ν) = wrx(τ, ν) ∗σ hphy(τ, ν) ∗σ wtx(τ, ν). (15)

The I/O relation in (12) is said to be predictable if the channel
response heff[k, l] ∗σ xdd,1[k, l] to any arbitrary input xdd,1[k, l]
can be predicted from the channel response to a known input
[4], [5]. The I/O relation is predictable if the crystallization
condition is satisfied, i.e., if the delay spread τds and Doppler
spread νds of heff (τ, ν) are less than the delay and Doppler
period respectively [4], [5], i.e.,

τp > τds and νp > νds. (16)

In the absence of any time/bandwidth constraint (i.e., in-
finite time/bandwidth), no pulse shaping is required (i.e.,
wrx(τ, ν) = wrx(τ, ν) = δ(τ, ν)) and heff (τ, ν) = hphy (τ, ν).
In the absence of pulse shaping, the I/O relation is predictable
when the delay and Doppler spread of the physical channel
spreading function/filter hphy (τ, ν) is less than the delay and
Doppler period respectively.

The samples ydd[k, l] are quasi-periodic, and it follows from
(4) that the MN information symbols are determined by the
MN samples ydd[k, l], k = 0, 1, · · · ,M−1, l = 0, 1, · · · , N−
1. We write the samples ydd[k, l] as a vector ydd ∈ CMN , and
we write the I/O relation in matrix-vector form as

ydd = Hdd xdd + ndd, (17)
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Hdd [k
′N + l′, kN + l] =

∞∑
n=−∞

∞∑
m=−∞

heff [k
′ − k − nM, l′ − l −mN ] ej2πnl/Nej2π

l′−l−mN
N

k+nM
M ,

k′, k = 0, 1, · · · ,M − 1, l′, l = 0, 1, · · · , N − 1. (18)

where we have written the MN information symbols x[k, l]
as a vector xdd ∈ CMN , and the MN noise samples ndd[k, l],
k = 0, 1, · · · ,M − 1, l = 0, 1, · · · , N − 1 as a vector ndd ∈
CMN (see (39) in [5]). The entries Hdd[k

′N + l′, kN + l],
k′, k = 0, 1, · · · ,M−1, l′, l = 0, 1, · · · , N−1 of the effective
channel matrix Hdd ∈ CMN×MN are given by (18) (see top
of this page).

We now consider a factorizable transmit pulse shaping filter
that takes the form

wtx(τ, ν) = w1(τ)w2(ν). (19)

The transmitted TD signal std(t) is the superposition of carrier
waveforms std,k,l(t) modulated by information symbols x[k, l]
(see Appendix C for derivation):

std(t) =

M−1∑
k=0

N−1∑
l=0

x[k, l] std,k,l(t). (20)

The (k, l)-th carrier waveform std,k,l(t) is given by

std,k,l(t) =

∫∫
w1(τ)w2(ν)xk,l(t− τ) ej2πν(t−τ) dτ dν

(21)

where

xk,l(t) =
√
τp
∑
n∈Z

ej2π
nl
N δ

(
t− nτp −

kτp
M

)
. (22)

We rewrite (21) as

std,k,l(t) =

∫
w1(τ)xk,l(t− τ)W2(t− τ) dτ

= w1(t) ⋆ [W2(t)xk,l(t)] , (23)

where ⋆ denotes linear convolution and

W2(t) =

∫
w2(ν) e

j2πνt dν (24)

is the inverse Fourier transform of the factor w2(ν). Since
xk,l(t) has infinite time duration, the time duration T ′ of each
Zak-OTFS carrier (and that of the Zak-OTFS subframe) is
simply the time duration of W2(t). Hence the Doppler axis
spread of w2(ν) is approximately 1/T ′.

We now set

x2,k,l(t) = W2(t)xk,l(t). (25)

It follows from (23) that the Fourier transform of std,k,l(t) is
given by

sfd,k,l(f) = W1(f)X2,k,l(f), (26)

where W1(f) is the Fourier transform of w1(t) and X2,k,l(f)
is the Fourier transform of x2,k,l(t). Since xk,l(t) is an infinite
pulse train it has infinite bandwidth. The bandwidth B′ of each
Zak-OTFS carrier signal (and that of the Zak-OTFS subframe)

is simply the bandwidth of the delay domain factor w1(τ) and
hence the delay axis spread of w1(τ) is approximately 1/B′.

Therefore, the delay and Doppler spread of the pulse shap-
ing filter wtx(τ, ν) are inversely related to the bandwidth and
time of the Zak-OTFS subframe. Hence a larger bandwidth
and time implies smaller DD domain spread of wtx(τ, ν)
which in turn implies a smaller spread of the effective channel
filter heff(τ, ν) (see (15)). A smaller spread implies that the
crystallization condition in (16) can be satisfied for a physical
channel with higher delay and Doppler shifts.

The sinc pulse shaping filter is given by

wtx(τ, ν) =
√
BT sinc(Bτ) sinc(Tν). (27)

For the sinc filter, the Zak-OTFS subframe duration T ′ = T
and the subframe bandwidth B′ = B, so the spectral efficiency
is BT/(B′T ′) = 1 symbol/dimension. The root raised cosine
(RRC) filter is given by

wtx(τ, ν) =
√
BT rrcβτ (Bτ) rrcβν (νT ), (28)

where 0 ≤ βτ , βν ≤ 1 and

rrc
β
(x)=

sin(πx(1− β)) + 4βx cos(πx(1 + β))

πx (1− (4βx)2)
. (29)

The Zak-OTFS subframe duration T ′ = T (1 + βν) and the
subframe bandwidth B′ = B(1+βτ ), so the spectral efficiency
is BT/(B′T ′) = 1

(1+βτ )(1+βν)
< 1 symbol/dimension.

The RRC function decays faster than the sinc function
with the rate of decay controlled by the roll-off parameter
β. Note that the sinc and RRC filters coincide when β = 0.
Faster decay leads to less DD domain aliasing and greater
predictability (for more details see Figs. 4 and 5 from [5]).
The cost is higher subframe duration and subframe bandwidth,
and reduced spectral efficiency.

This motivates the next Section where we introduce Gaus-
sian filters with better localization than sinc and RRC filters.

III. ZAK-OTFS WITH GAUSSIAN PULSE

Given B = Mνp and T = Nτp, the unit energy Gaussian
pulse shaping filter is given by

wtx(τ, ν) = w1(τ)w2(ν), (30)

where the factors w1(τ) and w2(ν) are given by

w1(τ)
∆
=

(
2ατB

2

π

) 1
4

e−ατB
2τ2

w2(ν)
∆
=

(
2ανT

2

π

) 1
4

e−ανT
2ν2

. (31)

Since Gaussian pulses have infinite support, we work with the
time interval T ′ where 99% of the Zak-OTFS subframe energy
is localized in the TD, and with the bandwidth B′ where 99%
of the Zak-OTFS subframe energy is localized in the FD. We
configure the Gaussian pulse by adjusting the parameters ατ
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Fig. 4: Pulse magnitude 10 log10 |w(τ)| in dB as a function of
the normalized delay Bτ . Gaussian filters (red) exhibit better
localization than sinc filters (green) and RRC filters (black) in
the case of no time/bandwidth expansion.

and αν . For example, the case of no time/bandwidth expansion
(T ′ = T and B′ = B) corresponds to setting ατ = αν =
1.584.

We compare the Gaussian pulse shaping filter with the RRC
filter given by (28), (29). Here the case of no time/bandwidth
expansion corresponds to the roll-off parameter β = 0.056.
The RRC function decays faster than the sinc function leading
to less DD domain aliasing and greater predictability (for more
details see Fig. 4 and 5 from [5]).

Fig. 4 illustrates the advantage of Gaussian filters over sinc
and RRC filters in the case of no time/bandwidth expansion.
Outside the main lobe, the magnitude of the Gaussian pulse
is significantly lower, leading to less DD domain aliasing and
greater predictability.

At the receiver we apply a pulse shaping filter wrx(τ, ν)
that is matched to the transmit filter

wrx(τ, ν) = ej2πντ w∗
tx(−τ,−ν). (32)

It follows from (30), (31) that the matched Gaussian pulse
shaping filter is given by

wrx(τ, ν) =

(
2ατB

2

π

) 1
4

e−ατB2τ2

ej2πντ

(
2ανT

2

π

) 1
4

e−ανT2ν2

. (33)

It is remarkable that by working with Gaussian filters in the
DD domain, we are able to derive closed form expressions for
the effective channel filter and the covariance of the noise.

Theorem 1. For the Gaussian transmit pulse shaping filter in
(30) and the corresponding receive match filter in (33), the
effective discrete DD domain channel filter is given by

heff[k, l] =

P∑
i=1

hie
− 1

2

(
ατB

2(τi−
kτp
M )2+ανT

2(νi−
lνp
N )2

)
e
−π2

2

(
ν2
i

ατB2 +
k2τ2

p

M2ανT2

)
e−jπ(τiνi− kl

NM ). (34)

Fig. 5: The fundamental region D0 of the Zak-OTFS mod-
ulation tiled with pilot, guard and data regions. The pilot is
located at (kp, lp) = (M/2, N/2) and the information symbols
modulate Zak-OTFS carriers located in the data regions. The
pilot region contains carriers located in the region S+(kp, lp)
where S is the support of the effective channel. It extends
to the left of the pilot location illustrating a physical channel
with a zero delay path and a shaping filter that leaks energy
outside the main lobe.

Proof: See Appendix A.

Theorem 2. For all k1, k2 = 0, 1, · · · ,M − 1, l1, l2 =
0, 1, · · · , N − 1, the (k1N + l1 +1, k2N + l2 +1)-th element
of the covariance matrix of the DD domain noise vector ndd

in (17) is E[ndd[k1, l1]n
∗
dd[k2, l2]], whose expression is given

by (35) (see top of next page).

Proof: See Appendix B.
Since the Gaussian transmit pulse shaping filter wtx(τ, ν)

has unit energy, the average energy of the transmitted Zak-
OTFS modulated signal std(t) is equal to the average energy
of the corresponding discrete DD domain signal xdd[k, l], i.e.

E
[∫

|std(t)|2 dt

]
=

M−1∑
k=0

N−1∑
l=0

E
[
|xdd[k, l]|2

]
. (36)

A. Integration of pilot and data

We transmit a pilot at location (kp, lp) and we surround
the pilot with a region (Pilot Region P + Guard Region G =
G1 ∪ G2 in Fig. 5) where no data is transmitted. The number of
information symbols transmitted is |I| where |I| denotes the
number of carriers contained in I = I1 ∪ I2. For 0 ≤ k < M
and 0 ≤ l < N , the symbol x[k, l] (see Section II-A) is given
by

x[k, l] =


√

Ed

|I| xI [k, l] , (k, l) ∈ I√
Ep , (k, l) = (kp, lp)

0 , otherwise

(37)

where xI [k, l] is the information symbol transmitted on the
(k, l)-th carrier. Given that E

[
|xI [k, l]|2

]
= 1, the average
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E[ndd[k1, l1]n
∗
dd[k2, l2]] =N0

τp
T

√
2π

αν

∞∑
q1=−∞

∞∑
q2=−∞

e−j2π
q1l1−q2l2

N e
−

π2τ2
p

ανT2

((
q1+

k1
M

)2
+
(
q2+

k2
M

)2
)
e
−ατB2

2

(
(k2−k1)τp

M
+(q2−q1)τp

)2

.(35)

Fig. 6: Uncoded 4-QAM BER vs. νmax. Data SNR γd = 25
dB and PDR γp/γd = 5 dB. Black curves illustrate BER
performance when there is no time/bandwidth expansion. Blue
curves illustrate BER performance when B′ = 1.12B and
T ′ = 1.25T .

energy transmitted in a Zak-OTFS subframe is Ep + Ed and
the average transmit power is (Ep + Ed)/T

′.
We normalize the path gains by taking E

[
|hi|2

]
= 1 so

that the received power is equal to the transmit power. At the
receiver, the noise power is N0B

′, hence the ratio of data
power to noise power is

γd
∆
=

Ed

N0B′T ′ , (38)

and the ratio of pilot power to noise power is

γp
∆
=

Ep

N0B′T ′ . (39)

We refer to Ep/Ed = γp/γd as the ratio of pilot power to
data power (PDR).

In each Zak-OTFS subframe, the effective discrete DD
domain channel filter heff[k, l] is estimated based on the
received pilot symbols at DD locations within the pilot region
P (this estimation is same as the model-free estimation in (30)
of [5]). This estimate is then used to construct an estimate
of the effective channel matrix Hdd (see (17)). The received
DD symbols ydd[k, l], (k, l) ∈ (I ∪ G) are used to detect the
transmitted information symbols. These received (MN −|P|)
symbols are arranged into a vector which is simply the vector
of |I| transmitted information symbols times the effective
channel matrix plus the noise vector.3 An MMSE equalizer
is used to detect the information symbols from the vector of
received DD domain symbols in I ∪ G.

3Since information symbols are not transmitted in the pilot region, the
effective channel matrix is a sub-matrix of Hdd in (17) where we retain only
those columns which correspond to the elements of the transmit vector xdd
where information symbols are embedded. Similarly, we retain only those
rows of Hdd which correspond to elements of the received vector ydd which
do not lie in the pilot region.

Fig. 7: Uncoded 4-QAM BER as a function of increasing SNR
γd. PDR γp/γd = 5 dB and νmax = 815 Hz. Black curves
illustrate BER performance when there is no time/bandwidth
expansion. Blue curves illustrate BER performance when
B′ = 1.12B and T ′ = 1.25T . Red curves illustrate BER
performance when B′ = 1.12B and T ′ = 1.6T . Solid curves
correspond to RRC/sinc filters and dashed curves correspond
to Gaussian filters. BER performance with Gaussian filters
does not saturate at high SNR.

IV. NUMERICAL RESULTS

In this Section we measure uncoded 4-QAM BER perfor-
mance of Zak-OTFS for different pulse shaping waveforms
(sinc, RRC, and Gaussian). Throughout this Section we fix
M = 32, N = 48, νp = 15 KHz (unless stated otherwise),
and we fix the pilot location (kp, lp) = (M/2, N/2) as shown
in Fig. 5. The bandwidth B = Mνp = 480 KHz and the
duration T = Nτp = 3.2 ms. Also throughout this Section,
we consider the six-path Veh-A channel model [7] with power-
delay profile listed in Table I. The relative power pi of the
i-th path is the ratio (in dB) of the mean squared value of
the i-th tap to that of the first tap (pi = E

[
|hi|2

]
/E
[
|h1|2

]
,

i = 1, 2, · · · , 6). We then normalize these mean squared values

so that
6∑

i=1

E
[
|hi|2

]
= 1. The Doppler shift νi induced by

the i-th channel path is modeled as νmax cos(θi) where νmax

is the maximum Doppler shift and θi, i = 1, 2, · · · , 6 are
modeled as i.i.d. random variables distributed uniformly in
[0 , 2π).

Fig. 6 plots BER of uncoded 4-QAM as a function
of increasing Doppler spread (2νmax). When there is no
time/bandwidth expansion (B′ = B, T ′ = T ) the RRC filter
coincides with the sinc filter. When νmax < 6 KHz, the
crystallization conditions in (16) hold, and BER performance
of the Gaussian filter (black dashed curve) is significantly
better than that of the sinc filter (black solid curve). Selecting
the roll-off factor βτ = 0.12 for the RRC filter reduces
delay domain aliasing at the cost of bandwidth expansion
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Fig. 8: Uncoded 4-QAM BER as a function of increasing PDR.
SNR γd = 25 dB and νmax = 815 Hz. Solid curves indicate
BER performance for RRC filters and dashed curves indicate
BER performance for Gaussian filters. Black curves illustrate
BER performance when there is no time/bandwidth expansion,
blue curves illustrate BER performance when B′ = 1.12B and
T ′ = 1.25T . The characteristic “U” shape of the solid curves
results from RRC filters leaking significant energy into the
data region.

(B′ = 1.12B). Choosing a roll-off factor βν = 0.25 reduces
Doppler domain aliasing at the cost of expanding time duration
(T ′ = 1.25T ). Simultaneous time and bandwidth expansion
(T ′ = 1.25T and B′ = 1.12B) improves BER performance
for the RRC filter (blue solid curve). We remark that when we
increased βν to expand the time duration to T ′ = 1.9T we
observed negligible improvement in BER performance, and
we have not shown this curve in Fig. 6. However, a Gaussian
pulse designed for B′ = 1.12B and T ′ = 1.25T (blue dashed
curve) improves BER performance significantly.

Fig. 7 plots BER of uncoded 4-QAM as a function of
increasing SNR γd, for a fixed νmax = 815 Hz, and for
a fixed PDR γp/γd = 5 dB. Regardless of time/bandwidth
expansion, BER performance of RRC filters (solid curves)
saturates at high SNR, whereas BER performance of Gaussian
filters (dashed curves) does not. This is because the RRC filter
leaks more energy outside the main lobe than the Gaussian
filter. Since PDR γp/γd is fixed, the pilot power γp increases
with the SNR γd and BER performance with RRC/sinc filters
is limited at high SNR by interference from the pilot to the
data symbols.

Fig. 8 plots BER of uncoded 4-QAM as a function of
increasing PDR for a fixed νmax = 815 Hz and for a fixed
SNR γd = 25 dB. The pilot used for channel sensing leaks
energy into the data region and the leakage interferes with
the carriers used for data transmission. Energy leakage with
Gaussian filters (dashed curves) is small, whereas energy
leakage with RRC filters (solid curves) is more significant.
When interference is small (i.e., low PDR), BER performance
improves with increasing PDR as the channel estimate be-
comes more accurate. With RRC filters, when the pilot to noise
ratio γp exceeds the data SNR γd (PDR > 0 dB) interference

Fig. 9: Effective throughput (bits/sec/Hz) as a function of
time expansion T ′/T . No bandwidth expansion (B′ = B),
PDR γp/γd = 5 dB, SNR γd = 25 dB, and νmax = 6
KHz. Gaussian filters (dashed curve) deliver higher effective
throughput than RRC filters (solid curve).

becomes more significant than noise and BER degrades with
increasing PDR. This explains the characteristic “U” shape of
the solid curves.

Fig. 9 plots effective throughput as a function of time
expansion T ′/T . There is no bandwidth expansion (B′ = B),
PDR γp/γd = 5 dB, SNR γd = 25 dB and νmax = 6 KHz.
Effective throughput is the ratio of the average number of bits
reliably communicated in each subframe to the available de-
grees of freedom (B′T ′). The average number of information
bits reliably communicated is 2|I|(1−H(BER)) where |I| is
the number of Zak-OTFS carriers in the data region I and H
denotes the binary entropy function. We observe that Gaussian
filters deliver higher effective throughput than RRC filters.

When the crystallization conditions are satisfied, the Zak-
OTFS I/O relation is predictable and non-fading. However, the
crystallization conditions apply to the effective channel and the
pulse shaping filter contributes to the effective channel. When
the Doppler spread 2νmax is high and the crystallization condi-
tion along the Doppler domain is satisfied (νp > νds > 2νmax,
see(16)), the delay period τp = 1/νp < 1/(2νmax) must be
small. When the pulse shaping filter leaks energy outside the
main lobe, delay-domain aliasing leads to frequency selectivity
as shown in Fig. 1. By limiting leakage we limit the support
of the effective channel and extend that part of the hyperbola
τp νp = 1 for which I/O relation is predictable and non-fading.

We now quantify the impact of pulse shaping on I/O pre-
dictability by modifying the Veh-A channel model considered
hitherto. We suppose that the product τmax νmax = 0.1 so that
the points (τmax, νmax) lie on a hyperbola below the period
curve τp νp = 1. We can interpret filter leakage as shifting the
lower hyperbola towards the upper hyperbola. We scale the
delays of the six channel paths listed in Table I by τmax/2.51
and we model the path Doppler shifts in the same way as
before.

We suppose there is no time/bandwidth expansion and
we set B′ = B = 0.48 MHz and T ′ = T = 3.2 ms.
We restrict our attention to points (τp, νp) on the hyperbola
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TABLE II: Predictability at operating points on the hyperbola (Bτp)(Tνp) = 1536.

S.No. M N νp τp νmax τmax Sinc pulse Gaussian pulse
(in KHz) (in µs) (in KHz) (in µs) Predictable Predictable

Operation Operation
1. 128 12 3.75 266.6 0.875 114.3 ✓ ✓
2. 96 16 5 200 1.5 66.7 ✓ ✓
3. 64 24 7.5 133.3 2.75 36.4 ✓ ✓
4. 48 32 10 100 4 25 ✓ ✓
5. 32 48 15 66.66 6.5 15.4 ✓ ✓
6. 24 64 20 50 9 11.1 × ✓
7. 16 96 30 33.33 14 7.1 × ✓
8. 12 128 40 25 19 5.3 × ✓

Fig. 10: Reliable communication (green curve) with the sinc
pulse. The crystallization conditions hold and reliable commu-
nication is defined to be BER < 0.02. The points (τmax, νmax)
lie on the hyperbola τmax νmax = 0.1.

τp νp = 1 for which M = Bτp and N = Tνp are both
integers having product MN = BT = 1536, and for
which it is possible to transmit at least one information bit
within the subframe structure described in Fig. 5. Specif-
ically, we consider (M,N) = (128, 12), (96, 16), (64, 24),
(48, 32), (32, 48), (24, 64), (16, 96) and (12, 128). For each of
these pairs (M,N) we simulate the uncoded 4-QAM BER
for νp = B/M , τp = 1/νp = T/N , νmax =

νp

2 − 1000
Hz, and τmax = 0.1/νmax. Note that the Doppler domain
crystallization condition νp > 2νmax is satisfied for infinite
(B, T ). When BER < 0.02 we consider communication to
be reliable, and we color the hyperbola τp νp = 1 green,
otherwise we color it red (see Fig. 10 and Fig. 11 for the
sinc and Gaussian filter respectively). From these figures it is
clear that the region of predictable operation (green segment
of the hyperbola τp νp = 1) is larger for the Gaussian
filter than for the sinc filter. Table II lists all parameters for
the eight simulation points (M,N) and indicates for each
point whether or not the sinc and Gaussian filters support
reliable communication. In the Table, while all choices of
(M,N) satisfy the conditions τp > τmax and νp > 2νmax

(crystallization conditions with infinite (B, T ), i.e., no pulse
shaping), with finite (B, T ) the crystallization condition in
(16) is not satisfied for the sinc filter for three out of the eight
cases whereas it is satisfied in all cases for the Gaussian filter.

Fig. 11: Reliable communication (green curve) with the Gaus-
sian pulse. The crystallization conditions hold and reliable
communication is defined to be BER < 0.02. The points
(τmax, νmax) lie on the hyperbola τmax νmax = 0.1.

V. CONCLUSIONS

We have introduced a framework for filter design where
the symplectic Fourier transform connects aliasing in the DD
domain with time/bandwidth expansion. Predictability of the
Zak-OTFS I/O relation results from minimizing aliasing in the
DD domain, so our framework provides insight into the time-
bandwidth expansion required to introduce AI/ML methods
in 6G wireless systems. We have introduced Gaussian filters
in the DD domain and have demonstrated that they support
integrated sensing and communication within a single Zak-
OTFS subframe. Our method is to transmit a pilot in the center
of a subframe, and to surround the pilot region with a guard
region to mitigate interference between pilot and data. The
choice of transmit filter determines the fraction of pilot energy
that lies outside the pilot region, and the degradation in BER
that results from the pilot interference to data carriers. We have
demonstrated that Gaussian filters improve BER performance
compared to standard choices such as sinc and RRC filters.

APPENDIX A
PROOF OF THEOREM 1

Since twisted convolution is associative, it follows from (14)
that

heff(τ, ν) = wrx(τ, ν) ∗σ

(
hphy(τ, ν) ∗σ wtx(τ, ν)

)
.

(42)
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E[ndd[k1, l1]n
∗
dd[k2, l2]] =

2Bτp
T

√
ατ

αν

∞∑
q1=−∞

∞∑
q2=−∞

[
ej2π

q2l2−q1l1
N e

−
π2τ2

p

ανT2

(
(q1+ k1

M )
2
+(q2+ k2

M )
2
)

E
[
v

(
q1τp +

k1τp
M

)
v∗
(
q2τp +

k2τp
M

)] ]
(40)

E
[
v

(
q1τp +

k1τp
M

)
v∗

(
q2τp +

k2τp
M

)]
=

∫∫
e−ατB2(τ2

1+τ2
2 ) E

[
n

(
k1τp
M

+ q1τp − τ1

)
n∗

(
k2τp
M

+ q2τp − τ2

)]
︸ ︷︷ ︸
=N0δ

(
τ2−τ1−

(k2−k1)τp
M

−(q2−q1)τp

)
, since n(t) is AWGN

dτ1 dτ2

=N0

∫
e
−ατB2

(
τ2
1+

(
τ1+

(k2−k1)τp
M

+(q2−q1)τp

)2)
dτ1

=N0

√
π

2ατB2
e
−ατB2

2

(
(k2−k1)τp

M
+(q2−q1)τp

)2

(41)

The expression for hphy(τ, ν) given by (1) yields

hphy(τ, ν) ∗σ wtx(τ, ν)

=

P∑
i=1

hiw1(τ − τi)w2(ν − νi) e
j2πνi(τ−τi). (43)

Substituting (43) in (42) gives

heff(τ, ν)

=

P∑
i=1

hi wrx(τ, ν) ∗σ

(
w1(τ − τi)w2(ν − νi) e

j2πνi(τ−τi)

)
(a)
=

P∑
i=1

hi e
j2πνi(τ−τi)

∫∫ [
w1(τ

′)w2(ν
′)w1(τ − τ ′ − τi)

ej2πν
′τ w2(ν − ν′ − νi) e

−j2πνiτ
′

]
dτ ′ dν′ (44)

where step (a) follows from substituting for wrx(τ, ν) using
(32). We substitute for w1(·) and w2(·) using (30) and solve
the integrals to obtain

heff(τ, ν) =

P∑
i=1

hi e
jπ(ντ−νiτi) e−

ατB2(τ−τi)
2

2 e−
ανT2(ν−νi)

2

2

e
− π2ν2

i
2ατB2 e

− π2τ2

2ανT2 . (45)

Since heff[k, l] is given by sampling heff(τ, ν) on the informa-
tion grid/lattice Λdd (see 14), we obtain (34).

APPENDIX B
PROOF OF THEOREM 2

The Zak transform of AWGN n(t) is given by

ndd(τ, ν) =
√
τp

∞∑
q=−∞

n(τ + qτp)e
−j2πνqτp . (46)

The noise at the output of the receive pulse shaping filter is
given by

nwrx

dd (τ, ν) = wrx(τ, ν) ∗σ ndd(τ, ν)

=

√
2Bτp
T

(
ατ

αν

) 1
4

∞∑
q=−∞

e−j2πνqτpv(τ + qτp) e
−π2(qτp+τ)2

ανT2

v(τ)
∆
=

∫
e−ατB

2τ ′2
n(τ − τ ′) dτ ′. (47)

Sampling nwrx

dd (τ, ν) at (τ =
kτp
M , ν =

lνp

N ) gives

ndd[k, l]=

√
2Bτp
T

(
ατ

αν

) 1
4

∞∑
q=−∞

e−j2π
lq
N e

−π2τ2
p

ανT2

(
k
M

+q

)2

v(
kτp
M

+qτp)

(48)

For any k1, k2 = 0, 1, · · · ,M −1, l1, l2 = 0, 1 · · · , N −1, we
calculate the covariance E [ndd[k1, l1]n

∗
dd[k2, l2]] using (48) to

obtain (40) (see top of this page). Using the expression for
v(τ) given by (47), the expectation in the RHS of (40) is
given by (41). Substituting (41) in (40) yields the expression
for the covariance given by (35).

APPENDIX C
DERIVATION OF (20)

From (3), (4) and (5) it follows that

xdd(τ, ν)
∆
=

M−1∑
k=0

N−1∑
l=0

x[k, l]xdd,k,l(τ, ν) (49)

where

xdd,k,l(τ, ν)
∆
=
∑

n,m∈Z

ej2π
nl
N δ

(
τ − nτp − kτp

M

)
δ

(
ν −mνp − lνp

N

)
,

(50)

k = 0, 1, · · · ,M − 1, l = 0, 1, · · · , N − 1, is the quasi-
periodic DD pulse localized at

(
kτp
M ,

lνp

N

)
in the continuous

DD domain. Since twisted convolution is a linear operation

xwtx

dd (τ, ν) = wtx(τ, ν) ∗σ xdd(τ, ν)

=

M−1∑
k=0

N−1∑
l=0

x[k, l]xwtx

dd,k,l(τ, ν),

xwtx

dd,k,l(τ, ν)
∆
= wtx(τ, ν) ∗σ xdd,k,l(τ, ν). (51)

Therefore, the transmit TD signal in (8) is given by

std(t) = Zt
−1
(
xwtx

dd (τ, ν)
)

=

M−1∑
k=0

N−1∑
l=0

x[k, l]Z−1
t

(
xwtx

dd,k,l(τ, ν)
)

=

M−1∑
k=0

N−1∑
l=0

x[k, l] std,k,l(t),

std,k,l(t)
∆
= Zt

−1
(
xwtx

dd,k,l(τ, ν)
)
, (52)



11

Zt

(∫∫
wtx(τ

′, ν′)xk,l(t− τ ′) ej2πν
′(t−τ ′) dτ ′ dν′

)
=

=
√
τp

∫∫ ∑
n∈Z

wtx(τ
′, ν′)xk,l(τ + nτp − τ ′) ej2πν

′(τ+nτp−τ ′) e−j2πnντp dτ ′ dν′

(a)
=

∫∫
wtx(τ

′, ν′)

[
√
τp
∑
n∈Z

xk,l(τ + nτp − τ ′) e−j2π(ν−ν′)nτp

]
︸ ︷︷ ︸

=Zt(xk,l(t)) at (τ−τ ′,ν−ν′)

ej2πν
′(τ−τ ′) dτ ′ dν′

(b)
=

∫∫
wtx(τ

′, ν′)xdd,k,l(τ − τ ′, ν − ν′) ej2πν
′(τ−τ ′) dτ ′ dν′ = wtx(τ, ν) ∗σ xdd,k,l(τ, ν)

(c)
= xwtx

dd,k,l(τ, ν). (54)

where the second step follows from (51) and the linearity of
the Inverse Zak transform. Note that, std,k,l(t) is the carrier
waveform for the (k, l)-th information symbol x[k, l]. Let

xk,l(t)
∆
=Z−1

t

(
xdd,k,l(τ, ν)

)
= Z−1

t

( ∑
n,m∈Z

ej2π
nl
N δ

(
τ − nτp −

kτp
M

)

δ

(
ν −mνp −

lνp
N

))
. (53)

Next, we show that the Zak transform of the TD signal∫∫
wtx(τ

′, ν′)xk,l(t − τ ′) ej2πν
′(t−τ ′) dτ dν is xwtx

dd,k,l(τ, ν)
(see (54) at the top of this page). In (54), steps (a) and (b)
follow from the definition of Zak transform of a TD signal and
the fact that xdd,k,l(τ, ν) is the Zak transform of xk,l(t) (see
(53), also see Eqn. (4) in [4] for details on Zak transform).
Step (c) follows from (51). Comparing (52) with (54) it then
follows that

std,k,l(t) =Zt
−1
(
xwtx

dd,k,l(τ, ν)
)

=

∫∫
wtx(τ, ν)xk,l(t− τ) ej2πν(t−τ) dτ dν. (55)

We apply the integral expression for the inverse Zak transform
to the DD domain signal in (53) to obtain (see Eqn. (7) in [4]
for details on inverse Zak transform)

xk,l(t) =Z−1
t

(
xdd,k,l(τ, ν)

)
=

√
τp

νp∫
0

xdd,k,l(t, ν) dν

=
√
τp
∑

n,m∈Z

[
ej2π

nl
N δ

(
t− nτp −

kτp
M

)
νp∫
0

δ

(
ν −mνp −

lνp
N

)
dν

]

=
√
τp
∑
n∈Z

ej2π
nl
N δ

(
t− nτp −

kτp
M

)
, (56)

since
νp∫
0

δ

(
ν −mνp −

lνp
N

)
dν =

{
0 ,m ̸= 0

1 ,m = 0
. (57)
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